2npwlwynid UGpYwjwguned £ hp Yynnuhg wnwewnyynn wwpwuph wdpnnowlwl Uywpwaghpp

Luuruaprr

wrwpwpyynn wypwuph wdpnngwjwl
Eje Gpniwy UMC-U &< UUB-SULUYQY-EUXUMNQR-23/3-QUU3 dwoywanpny Yuwagdwytpwdwéd ElGyunpnuwihb wantpnhu dwulwygbinu

Unwownyynn wwnpwlph

Qwihwpwdlh
hwdwn dhnpdwjhu wwnpwupwjhu dwyuh2p wnpuwnpnnh wnbhuhywlwl punipwahpp
wuydwuncdp Lowlp wludwuncdp
49 Grandstream Grandstream HT812 Grandstream FXS dwjuwjhU GppnLnhg,

huwntnpdbjup, 1 x RJ-45 10/100Mbps
WAN port, 2 x RJ-45 10/100Mbps LAN
port, 2 x RJ11 FXS port, wnLnhn
ynntyubp G.711(A/u), PESQ » 4,
G.729A/AB PESQ » 3.6, T.30 FAX with
G.711, Real time FAX over IP via T.38,
Adaptive jitter buffer, Voice activity
detection, Comfort noise generation,
Echo cancellation, ypnunnynutn »
SIP V2.0 (RFC3261, RFC3262,
RFC3263, RFC3264, RFC3265,
RFC3515, RFC3891, RFC3892, 3GPP,
IMS), SDP (RFC2327), RTP/RTCP
(RFC1889/RFC1890), NAPTR for SIP




URI lookup (RFC2915), STUN
(RFC2030), ARP/RARP
(RFC826/RFC903), SNTP (RFC2030),
DHCP/PPPoE/Static, PPTP/L2TP VPN,
HTTP/HTTPS Server for Web
Management, DNS/DNS SRV
(RFC1706/RFC2782),
TFTP/HTTP/HTTPS for Auto
Provisioning, DHCP option for SIP
server (RFC3361), TR0O69 (TR098,
TR104), IEEE802.1Q
VLAN/802.1p/DSCP, ywnwywnntrup
HTTP/HTTPS Web management,
SNMPv2, Telnet,
hUwpwynpnLpjnLtultGnp, 3-way
conference, Music on hold, DTMF
mode: In-band, RFC2833, SIP INFO,
Call hold, Call forwarding, Call mute,
Call transfer, Call waiting, Speed dial,
Caller ID and CWCID, Hotline, Dial
plan, Black list, Call log,
Gpwohuhpwjhu dwdyGunp wnujwql
365 on










NMNOJIHOE ONMNCAHMUE

npeaginaraeMoro Toeapa

Anpx Npynn OO0 B KayecTBe y4aCTHMKA B paMKax y4acTUs B 31IEKTPOHHOM aykKunoHe nof kogom < UUG-SULUUQY-

EUXUMAR-23/3-QUU3 HMKe npeacTaBaseT NosHOe OnNMcaHue npegnaraemMoro nMm tToesapa.

Homep noTa

MpepnaraemMbiii ToBap

PupMmeHHoe
HanMeHoBaHNe

TOBapHbIN 3HaAK

MapkKa

HanMeHOBaHNe
npomssoonTenAd

TeXHN4YeCKNne XapakKTepnctmkn
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